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# vi /etc/sysconfig/network-scripts/ifcfg-ethO
DEVICE=eth0

BOOTPROTO=static

HWADDR=00:40:CA:63:3E:B7

IPADDR=163.23.14.227

NETMASK=255.255.255.0

NETWORK=163.23.14.254

ONBOOT=yes

# vi /etc/sysconfig/network-scripts/ifcfg-eth0:0
DEVICE=¢eth0:0

IPADDR=192.168.0.155

NETMASK=255.255.255.0

ONBOOT=yes
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> 745 Redb
7745 red5 server F1ZZ857 77 4F red5 9 SIP phone » 41~ & 3-7 Fior -

1) Download and Install Java
#yum -y install java-1.6.0-openjdk java-1.6.0-openjdk-devel

2) Download and Install Ant

# wget http://apache.etoak.com/ant/binaries/apache-ant-1.8.0-bin.tar.gz
# tar —zxvf apache-ant-1.8.0-bin.tar.gz

# mkdir /usr/local/ant

# mv apache-ant-1.8.0-bin /usr/local/ant

3) Export Variables for Ant and Java

# echo ‘export ANT_HOME=/usr/local/ant' >> /etc/bashrc

# echo ‘export JAVA_HOME=/ust/lib/jvm/java’ >> /etc/bashrc

# echo 'export PATH=$PATH:/usr/local/ant/bin' >> /etc/bashrc

# Echo 'export CLASSPATH=..3JAVA_HOME/lib/classes.zip' >> /etc/bashrc

4) Download and Install RED5 Server
# wget http://www.red5.org/downloads/0_8/red5-0.8.0.tar.gz
# tar —zxvf red5-0.8.0
# mkdir /usr/local/red5
# mv red5-0.8.0 /usr/local/red5
# .Ired5.sh
4ok B & - FAEF ° Installer service created » B % S o

5) Init Script
# vi letc/init.d/red5 // 4 {8 fcbs %r A&
# chkconfig —add red5
# chmod 755 /etc/init.d/red5
# [etc/init.d/red5 start

6) Install Red5 SIP phone
# wget http://red5phone.googlecode.com/files/sip_r29.zip
# unzip sip_r29.zip
# mv sip_r29 /usr/local/red5/webapps

3-7 Red5 & SIP phone Z28%
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IMPLEMENTATION OF REMOTE MONITORING SECURITY SYSTEM
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Abstract

In recent years, with the technological advances of the Internet, the Internet Telephony (VolP) technology
has become an increasingly popular communication tool. Up to now, there are more than 100 million users in the
use of VoIP technology products.

Due to the high popularity of Internet telephony, this paper implemented an Asterisk system based
wireless security monitoring system. Traditional security monitoring systems only integrate with traditional
telephone. Instead, this paper proposes a security monitoring system integrated with traditional telephony and
\oIP phone service. The advantage of proposed system is that network is very common, and low call costs, low

construction cost, and better scalability. The advantages of using a wireless alarm system device is set up
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convenient, no wiring and maintenance more convenient. This paper proposes using mysqgl, php, html to build a

Web-based management system, allowing administrators to monitor the security status of the household.

Keywords - VoIP - Asterisk - Alarm system - php -



